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Study of data extension methods
for neural formant synthesis
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E2E-NF+ is an end-to-end speech synthesis model capable of generating high-
quality speech with fine-grained control over acoustic features like pitch and
phoneme, directly from independent acoustic parameters. On the other hand,
since the correspondence between acoustic parameters and speech waveforms
is data-driven, there has been a problem that the controllability of acoustic
parameters is limited by the diversity of speech included in the training data.
In this paper, we propose a data augmentation method to enhance the diversity
of training data and aim to improve the controllability of acoustic parameters.
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1. FLC®IC

BEOMC XD BIRHHUE» SEFRBEEERT 2R3 —K, 7FX FEREGRPH
HEOPREM e LTAL b Tns. HEEEZISALE=2 - KRa—X [1-3]
1, XVARZ b FFLRANT TR T LR EDFTERMEBICEM NI FEEITED
TOEREEZBFRCHRELRMEREFR AR TH 2. BENYRE, EH 0
PR 2 Z B L oS BIE & D B TRL ANALRERTH D, K7L —212B0WT
FHCAZETH 2 Z e h b " RRELR L OBEKBEB AV THEE LT VWD, £ O
7% [4-6) THEDbNTE. —HT, BERMEIX (D X T) THITREINBFHHUTH D
ANM DFER O ER 2 @B T 2 -0 EvEEM 2 2@ 2 2 2 13
#ThoT-.

HERHME 130, BAEBH (F0) 2&MMIF2=2 -0 Ra—XDRE [7-9] 1
o TEy FHIfEDSE E LR, 740<2 AR FVERNERT 2 BE OHIEH
WEETH2 L VWS HERPHZ T\, 74l<y NIGHEELECERT 25 A—&TdH
D, IS X o TRSORINCHEE ST 2 740~ > FMARBBER 2R ETED X S5 5
DHZEFROHBICBVTRICERETH 5.

Z OFEICX L neural formant synthesis (NF) [10] Ti&, FO 7+ /L= > b7z &AL
L7z 9 DOBEEARI XA - b BENHELZTHIL, PHILLSERME S =2—-F
R —RIZ X TEREHEART 2R —F S R7 a8 RESNz, ML LIEERS
A= EEFNCEET 22T, FEZHIEIL - EHREOERITIRETHS. £h2h
PREBIXEEMTUIEERT X -0 FREE2EHEAK T % End-to-End Neural
Formant Synthesis [11] B EZR X172, End-to-End O#EEIC L > T, GlHEDM LY
Yy FHlEMED NF 2R L TH Lz, —AT, 740~ Ml OWT NF [
FTHORAR LTHETH -7z, 2, FRICHVET—&ty MIFALTXETDH
BledeBEZ N 7y P ERET - ZWEROEE L > TRIBMIT N3 Z
L5, FHRICBIRZRMEICZLVWT—&Ey N T, 9% 7 10~ > MlEE»S S
NxholEZHNS.

FITTF—RIRICE > THEEDANY) T —2 a V2R T I LT, TEARITX—2DH
HAHEOMEr B AR MERAILEXE S 22 BiRAZ. RIFETIE, BERIA—XDSE
FO £ 7402 MZOWTENRENT — ZHEIRZAITVWIHE L 2. EEROKER, FO
¥ F1-F3 #EEom By s -
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Fig.1 Synthesis of speech waveform by E2E-NF+

2. E2E-NF+

RWFFETIE, [11] TIRESNEMII L 9 DDEE S X —&XH 5 End-to-End THA R
AR T 2ETLD 5B E2E-NF+ Wz, E2E-NF+ Oz R 1 127”3, E2E-NF+
1%, 271y 7 HiFi-GAN Generator TR XN ZETNLTH 5.

FATHIZEIC BT HiFi-GAN Generator D& TIN5 E2E-NF 1%, HFERF X —
R BEFRBEHOMIEE T ICEBRTERP o/, ZITETANRT XX EMELEHD
RS 232 2 2 72912, ConvlD + Gated Linear Unit (GLU) + ConvlD THE X
%771y 7% HiFi-GAN Generator DFIICA X v 7 Lz E2E-NF+ 2R L. &
WAEITOy 71k, ETFNLVDOEMEL RS I THYNGEEGRI IRV L E2ERL T,
¥y FEFIC I DRI

BATay 7 A%y THHOBEAIZ LD, NF L RIFOEE T X — Xtz 5 7%
o ERMENRE I N

3. T—RILRFIE

E2E-NFHEZE BRI X — X e EHRBEEORIED T — BB THE b, BEART
X — R OFIENE L FIEREO SR E R DA MERFEE 7 — X DS KRFET 5. 22T
ARETIE 9 DOEEATRX—XDS>H, EEINETIE Y FeHRICNIET 27 41~
Y MZOWT, BEMLIZED¥EE T —XDOESRMELINT 2 Z e 2idAl. Kz, FEICH
WHH 2= R & T — ZLRTFEOFHMIC OV THERS.
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3.1 EvyFIThk

TF—=Xty MBI Z2EEDOZHEMEINT 272012, FO iiic k27— X DOYEkR%E L7z,
FO Of#il%, WSOLA (Waveform Similarity based OverLap-Add) [12] iIC &2 ¥y F>
7 bW

3.2 2EEBTAILED a BEI T+

T—Xty MBI R EBROSEMEE T 272012, FAERBUTMOMIEHIC X 27— % Ok
iR%E LTz, JEEMRAEE, —ROZEGER 7 1 L X DA 2 o REREHRIET
5 TiThbih.

BREEED? S XV TR NS L2HH U, SPTK [13] @ mge2mge 27 ¥ K& AW
TEREEBR 7 4 V2D a BEBERELEXLFS TR 5 AT L. 2O, A%
TRVTTAN T LORBIIAE L Lz, o7 FENXVTr 7 A+ T 5k WORLD R
a—& [14] KXo THARRIHEIL SN, LS eBHE2EE T —XIIMA% e TF—
RYLRDER S Nz

4. £ B&

4.1 REBREH

B 2=, HRABLZ 100 A THR NS JVS 2—8% [15] D 5% Parallel 100
PRV, F—REFEFEED 100 HEHIZTOWT, ¥ 7R b F|l=90:5:5 OEIETHE
L7z, R=REFNLE LT, T—XIERLTHEW JVS a— AT XM= BE2E-NF+
PRELR. FHIE, B 24, K 5 EEDi 20 HEFHIH L TiTo 2. FTEARTA—X
DO ST X —ZITFATISE L AR DD DEREH L7z, & v 7% 4 X 300, &lF 1200, FO
O FREERZENEN 75 Hz, 600 Hz & L7=. 74~y M, 740<> MK
5, #&IE 600, VL7772 50Hz & L7

Yy F o7 MTXk37—XIRTI, > 7 MEZ -600 cent 75 600 cent ¥ TAT v 7
& 200 cent & L, AT v FWBWTHEE T X067 Y XLHBILE 5 57D 1 Xt
KrlLr-.

BB T 4 LZD a RS 7 Mk BT —RILRTE, EHR%D o %, 0.21,
0.28, 0.32, 0.52, 0.63 ¥ L, FEFICBVWTHERT—E00 7 VX AHEBLE 550D 1
BXRY U, E7-fRE o A ERRIZS M 5,000 Hz, 201 5,500 Hz 2H8Ar L, > 7
FMED T xL~r FEBBREER LT, a=0.21 TRz 6,000 Hz, a=0.28 TiZHE
M 5,500 Hz, %t 6,000 Hz, a=0.52, 0.63 T&HEM: 4,500 Hz, &M 5,000 Hz & L7-.
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Fig.2 Plot of RMSE for manipulated FO

4.2 EvyFII7LoRR

FO % X 0.7, X 0.8, X 0.9, X 1.1, X 1.2, X 1.3 DY 7 F A7 — L THRLEHFEICD
WTRBEHMEFERIC X DEMEi L 7z, AER 2 SEEINIC X DENE Fo &, Ao
7+ ENTAFO & OV R MRFEE (RMSE) 2HHE L MR ZR 2 10K

RIS, FCYy F2EL TABACBVWTHENRONz. F72, 2L OBATHI
MWNEL T o Tz,

EyFR7— X 0.7 I28VWTHo2d RMSE D@Eho7z, ERLEZTFT—XTEHL
FETFADOERER (GEE : JVS001, FiE : VOICEACTRESS001) ¥, RUEMZR—
ZEFNTERLEZEH O FO MilhizR 3 1R T. ALY I TRENZMIRIIAIIC
Wiz 7 &7 FOTHDH, FTRINDZAMERD FO OHEFFA—BML TV BIEY,
Ey FHIEPERTH 2 e 2Ry, HRF—XE¥E T - LEETATERLIZER
i, FrRBICIELAYOBATY 7 &7z FO ISEW FO Mihz o TWa Z e h30h
5. LHL, 2.7 % 53 AT FO BB KE L —BL TORWEB RSN Z 253,
X 0.7 1BV T RMSE O#MEL RoFR e EZ 5 b, ZOREIMMbOFHESH T
HARRICR SN, —HTHRYUBEAICBVWTARY PR 7T AREHIKRBICENRSNT
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Fig.3 Comparison of Log-F0 for the worst audio at X 0.7.
(Left) : Without data augmentation, (Right) : With data augmentation
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Fig.4 Comparison of Log-F0 for the worst audio at X 1.3.

(Left) : Without data augmentation, (Right) : With data augmentation
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RY LEETFTATERLEERIZ, EOR—IEFILED HEW FO BtZE->T\W5 2
LB, FRVANBTOEBHMEIICBVTY, HRF—22EE e LEETABRWY
Tz,

D EOKRDP S, v Fo7 Mk 37— XILRIZ—EOHEMMEEZRO L RE N

4.3 FERBEEOMRE

FATHR I D S REVT 4 A<V b7 P ERFERT 27DI1T, FI-F4 £TIZOVWT, X
0.5, X 0.7, X 0.8, X 0.9, X 1.1, X 1.2, X 1.3, X 1.5 DAF —L> 7 hTRIELER %
B LT, AEFRDPOFEINICE DSR2 FI-F4 &, AADT 7 3N/ FI-F4 D
RMSE 12 & 2 BBIEHIEB TR L7z, 7 40~ > Mlth o Fi RSB 5,000 Hz,
7t 5,500 Hz #HAr L, 7 Mg 7 r~> MABEEZEELT, X 1.2, X1.3T
i3+ 500 Hz, X 1.5 Tl&+ 1,000 Hz ¥ L7=. RMSE D#E%E %K 512°7. F1-F3 128
W, A7 —)L¥ 7 bR EWVWIZY RMSE BE S 2EASH SNz b DOFRERAIZR
LI h otz 7z FA KBOTHEAERE S T258138EINLD, KL T258
ELU.

MIENEEERZBEE L IAR74L<2 Y NI 7 P LTVEHDODZDIEINE
, T=RBARLEFBIERTATH- AL D 2. F£72, o FHOY 7 MEEK
ELTRMTERORMENSLDRKEL R FEINDBHE L RDZ IS, TRA—X
HHAREY TH - ZAlREMEDE 2 51 3.

HEI7ANATY P EX 15 LTERLAEERZE 6 IT78F. R—XEFTALIBVTT 7 b
A=A BRKEL LTERLLZERX, BEBENICEARRT S 4 P&, —F
TIIRT — R THEINZERFD ) 4 APRBEN2Z e 26, 740~ MlfHERCE D
2N MEOBEEIZHFLG LTS Z e ARE N/,

5. ¥ & &

By Fo 7 MTEBF—RIBRICE > T, ©y FHlEtEOREZiRAT. BEFHMER L
D, FIcYy F2EL T25EI1281F% RMSE BAWEXINZZD72D, SoX ZHWVWEEY Y
FT7 MIE BT RIBRE—EDEMNEER O L RSN

T/, BEGERT 4 NVED a BT MK BT —RIERICE B 7 40~ > MlfEloK
#ERRAT. FI-F3IZBWT, A7 =LY 7 FBREWEY RMSE HiE T 2 HAD R
LN DDEEENRONRI o7, TAAeY b7 PRI LEEAICEL 268K
TLEOBAMERENTZZ 25, 74l< Y MEMERICBIT 2 0 X MEDHE EICE—E
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Fig.5 Plot of RMSE for manipulated formants
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Fig.6 Plot of RMSE for manipulated formants
(Top) : Without data augmentation, (Bottom) : With data augmentation
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